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Yealink SIP IP Phones Verson50 Change Log

1 Introduction

1. Firmware Version: V50
2. Product Name: SIP-T28P/T26P/T22P/T20P/T12P
3. Release Date: April 30, 2010

2 New Features

Added XML screen/browser (T28P/T26P/T22P)
Enabled Hot Desking (T28P/T26P/T22P)
Added open VPN support
Added 802.1x support
Added three-level access authority on GUI/WUI
Enabled call completion
Added multi-language input method support
Added customized factory configuration support
Enabled call recording(T28P/T26P/T22P/T20P)
. Supported programmable softkey (T28P/T26P/T22P/T20P)
. Enabled BLF support for linekey(T28P/T26P/T22P/T20P)
. Enabled call park support for BLF(T28P/T26P/T22P/T20P)
. Enabled to save call duration in the call log(T28P/T26P/T22P/T12P)
. Enabled to look up in the address book for transfer/conference(T28P/T26P/T22P/T12P)
. Modified the default input method to be “abc” in SMS editing and phone book searching
. Enabled http/https port to be configurable
. Added distinctive ringtone for each account
. Enabled to adjust the headset sending volume via auto provision
. Enabled the speed of network port to be configurable
. Improved PNP to be open by default, it will go and try DHCP if PNP failed.
. Allowing Group listening switch with the handsfree key
. Allowing to direct to the contacts starting with the letter or digit you have input in the local phone book searching.
. Allowing to assign the ringtone for each contact.
. Enabled to select answer mode for Intercom based on the head field.
. Enabled to configure Yealink phone with the provision feature of Broadsoft.
. Added the full match / partial match options to Replace Rule.
. Enabled to clear the value of the configuration item via auto provision.
. Now "#" can be resolved as "#" or "% 23" via auto provision when dialing.
. Added a button to delete all call history in T20
. Enabled dial rule editable
. Added a scroll bar on Web dial-up page
. Enabled to ring to prompt users when transfer failed.
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Added GUI information to syslog

Added tones for Chile

Added an encryption lock icon sharing with the keypad lock in T20 when it uses TLS

Enabled Hotline delay

Added configuration items for attended transfer and semi-attended transfer

Allowing to enable or disable alert tone for call waiting.

Enable Live Dialpad which can be used to dial out the number you input in the idle interface automatically without off
hook and pressing the speaker key

Added configuration items for intercom

Allowing to input a number in the transfer interface in the case of more than one call.

. Bug Fixes

Fixed the issue that can not input a comma in SMS and phone book.

Fixed the issue that failed to download the distinctive ringtone.

Fixed the issue that T28 used the same Cseq but different Caller-ID to send Subscribe message after the server is just
opened.

Fixed the issue that the indicator of corresponding LineKey would not display green when pressing the DssKey which
was set to be BLF or Speedial.

Revised the web note.

Fixed the issue that it can obtain the time but not update when using NTP on windows server 2003.

Fixed the issue that would switch to use DNS2 after one hour with no response from DNS1

Fixed the issue that the Broadcast Storm causes the phone to reboot.

Extended the limitation to the character inputting in GUI and Web Ul.

. Fixed the issue that there are multiple IP addresses after the SIP server domain name translated by DNS.

. Optimized the default input method for the register items.

. Now focusing on the first remote phone book item when entering into Directory

. Now DND should be canceled manually.

. Fixed the issue that could not do the transfer when there are more than one line call(You can use the transfer key or

FWD key in T22 in this case)

Modified to flash the power indicator when doing mute in a call, and the mute is effective to all lines.

Enhanced xml remote phone book.

Fixed the issue that should add STUN server address to via head field when registering in the case of STUN open.
Fixed the issue that ignored the 481 message responded from BLF subscription.

Fixed the issue that wrong handling with 488 response after sending a RE_INVITE message during a call.
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